
 

 

 
Curriculum vitae – Torbjørn Svendsen 
 

Key qualifications: 

Research and teaching experience in machine learning and artificial intelligence for over 40 years, 
specifically in speech technology. Speech recognition and synthesis are areas which require 
multidisciplinary collaboration, both with regards to applications and to the development of systems 
and methods, and we have engaged in such collaborations since 1990.  

I have extensive project management experience through a series of research projects, and have also 
administrative experience as Department Head and Faculty Vice Dean. I have also a number of 
appointments on the national level, e.g. as chair of the program board of the VERDIKT ICT research 
program in the Research Council of Norway. 

I have been full professor at NTNU since 1995. In the period 2015-2021 I was also Director of NTNU 
Digital, which is NTNU’s strategic initiative for research and application of digital technologies. In that 
capacity I was heavily involved with the establishment of the Norwegian Open AI Lab (NAIL). I was also 
involved in the planning and programming of the Code of Ethics workshop in 2019, addressing ethical 
issues of digitalization and AI.  

I have a long-standing and extensive international engagement, including research visits at leading 
institutions such as AT&T Bell Labs, AT&T Shannon Labs and MIT. I have been Vice President of the 
International Speech Communication Association (ISCA), the world’s largest organization for researchers 
in spoken language processing.  

I have >100 peer reviewed publications, mainly on various aspects of speech technology. I have been the 
supervisor of 19 PhD graduates and ~100 Master’s degree students.  
 
PERSONAL INFORMATION 

Family name, First name: Svendsen, Torbjørn 

Date of birth:  23.05.1955 Sex: Male 

Nationality: Norwegian 

 
*HIGHER EDUCATION/OTHER TRAINING 

 Subjects/degree/ Name of institution, country 

1985 Dr.ing. NTH, Norway 

1981 Pedagogical education 
for engineers 

NTH, Norway 

1979 Siv.ing. (MSc) NTH, Norway 

 
  



 

 

POSITIONS (academic, business, industry, public sector, national or international organisations) 

Current Position 

 Job title/name of employer/country 

1988 - Professor, NTNU, Norway 

 
Previous positions held (list) 

 Job title/name of employer/country 

2015-2021 Director, NTNU Digital, Norway 

1983-1984 Doctoral scholarship, NTH (on leave from SINTEF) , Norway 

1981-1987 Scientist, SINTEF, Norway 

1979-1981 Teaching assistant, NTH, Norway 

 
PROJECT MANAGEMENT EXPERIENCE (if applicable)  

 Project/topic/role in project/funding from 

2014-2020 AULUS/Speech technology/Project manager/Forskningsrådet 

2006-2010 SIRKUS/Speech recognition/Project manager/Forskningsrådet 

2003-2007 VOCALS/ Speech recognition/Project manager/Forskningsrådet 

2003-2008 FONEMA/Speech synthesis/Project manager/Forskningsrådet 

2004-2008 Rundkast/Speech databases/Project manager/NTNU 

1997-2001 SPODIS/Spoken dialogue systems/Project manager/Forskningsrådet 

 

Relevant public committees/appointments 

• Member, appropriation committee for the ICT program IKTPLUSS in the Research Council of Norway 
(2015-2019) 

• Program board chair for the ICT research program VERDIKT in the Research Council of Norway 
(2005-2010) 

• Member of ICT Forum, a group mandated with proposing a research strategy for ICT for the 
Research Council of Norway (2000-2001); the program board of the ICT-programme in the Research 
Council of Norway (2001-2006), and the User Forum for the program “IT for the Disabled” (2000-
2003, also in the Research Council of Norway) 

• Chair of a working group formed by the Norwegian Language Council assigned with proposing an 
“Action Plan for Norwegian Language and ICT” (2001-2002). 

• Chair of a project group appointed by the Ministry of Culture and Church Affairs for “Consolidating 
and Increasing the Availability of Norwegian Human Language Resources” (2002) 

• Member of advisory board, Norwegian Language Bank (“Språkbanken”, 2010-2017) 



 

 

• Member of expert group appointed by the Norwegian Technology Council (2022)  
• Expert group member, digitalization in UNIT (Norwegian Directorate for ICT and joint services in 

higher education and research) 
• Expert group member contributing to the Norwegian national strategy Digital21 
 

Academic memberships and roles 

• Elected member, Norwegian Academy of Technological Sciences 
• Life Senior Member, IEEE 
• Vice President (currently Secretary) International Speech Communication Association (ISCA) 

 
International community 

• Reviewer for several international scientific journals, including IEEE Trans. on Communications, IEEE 
Trans. on Signal Processing (previously Acoustics, Speech and Signal Processing); IEEE Trans. on 
Speech, Audio and Language Processing; IEEE Trans. on Multimedia; EURASIP Journal on Applied 
Signal Processing; and Speech Communications 

• Member of Speech Communication journal Editorial Board 
• Reviewer for various conferences and workshops on speech and signal processing. 
• Interspeech: Organizing and Technical committees 2000, Area Chair  2012, 2018-2021, regular 

reviewer 
• IEEE: Member of IEEE Signal Processing Society's Speech Technical Committee 1998-2001, IEEE 

Flanagan Award committee 2011-2014, regular reviewer for ICASSP 
• Reviewer for EU's Language Engineering program and the Information Society Research Programme 

of the Academy of Finland. 
• Project reviews for the Norwegian, Australian, Swiss, Dutch, Belgian and South African Research 

Councils 
• Opponent/member of examination boards for 23 doctoral theses 
• COST Actions: Vice chair, COST action 278 “Spoken Language Interaction in Telecommunication”. 

Working group chair, COST actions 232 “Speech Recognition over the telephone line” and 249 
“Continuous speech recognition over the telephone” 

• EU framework programmes: Steering committee member and researcher, ESPRIT SAM, Advisory 
Scientifc Board member ACORNS, partner MSCN Sound-to-sense and e-Ladda 

• Board member, Nordic Graduate School of Language Technology 

 

Research visits:   

Apr 1986 - Apr 1987 Speech Research Dept., AT&T Bell Labs, Murray Hill, NJ, USA  
Jun 1991 - Aug 1991 Speech Research Dept., AT&T Bell Labs, Murray Hill, NJ, USA 
Jul 1996 - Jun 1997 Griffith University, Brisbane, Australia 
Jun 2000 – Sep 2000 Speech and Image Research Dept, AT&T Labs, Florham Park, NJ, USA 
Jul 2002 – Jun 2003 Queensland University of Technology, Brisbane, Australia 
Jan 2013 - Jul 2013 MIT Computer Science and Artificial Intelligence Lab, Cambridge, MA, USA 
Aug 2022 - Dec 2022 Delft University of Technolgy, Delft, The Netherlands 
Jan 2023 - Jun 2023 Univ. of Enna Kore, Enna, Italy 
 
 



 

 

Internal appointments 
Department Head, Dept. of Telecommunications, 1992-1995 
Vice Dean, Faculty of Electrical Engineering and Telecommunications(1999 - 2001) 
Group Head, Signal Processing (several periods from 1992-2012)  
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